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(54) Nonlinear compensator 

(57) An input demodulation section (A) and an out- 
put demodulation section (B) extract the digital base 
band signals from the RF input and RF output of an RF 
amplifier. A delay detecting section (E) detects the time 
difference and phase difference between the two signals 
by calculating correlation. A delay adjusting section (C) 
synchronizes the two signals with each other and caus- 
es the phase of one signal to coincide with that of the 
other. In this state, a distortion detecting section (F) de- 
termines an amplitude error and a phase error in the two 
signals and inputs the errors as distortion components 
to a distortion correcting section (D). The distortion cor- 



recting section (D) sequentially selects the amount of 
compensation corresponding to the amplitude error and 
phase error from the amounts of compensation regis- 
tered at the initial stage, and adds the amount of com- 
pensation to the digital base band signal obtained at the 
input demodulation section (A) to compensate for the 
distortion components. An output converting section (G) 
converts the signal into the format of the original signal 
and outputs the resulting signal to an RF amplifier (3). 
As a result, it is possible to provide a nonlinear compen- 
sator which is easy to adjust and capable of making 
adaptive compensation for the nonlinear characteristic 
or phase rotation. 
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Description 

[0001] This invention relates to a nonlinear compen- 
sator which compensates for the nonlinear characteris- 
tic of the amplifier in, for example, a transmitter and is 
used in a transmitting system, such as a medium-wave, 
short-wave, ground-wave, or satellite transmitting sys- 
tem, or a cable television. 

[0002] Presently, in analog television broadcasting, a 
predistorter having the opposite of the nonlinear char- 
acteristic of an amplifier makes nonlinear compensa- 
tion. Since the nonlinear characteristic of the amplifier 
particularly varies with the operating temperature of the 
amplifier or the like, the compensation characteristic is 
changed, depending on the operating conditions of the 
amplifier. 

[0003] In analog television broadcasting, the signal 
peak value is determined by a synchronous peak value 
and therefore is almost constant. Synchronization is 
maintained in the vicinity of the clip value. Therefore, 
phase distortion occurring in the vicinity of the clip level 
need not be taken into account and only synchronous 
amplitude has to be corrected so that the synchroniza- 
tion length may be the same. In addition, since the peak 
factor (peak value/average value) is relatively small, the 
linearity in the low-level signal region is not required 
much. 

[0004] On the other hand, in a next generation of dig- 
ital terrestrial television broadcast, use by an OFDM (or- 
thogonal frequency division multiplex) system has been 
decided and various efforts have been made to put the 
OFDM system to practical use. In the OFDM system, 
because of the character of the OFDM signal, the peak 
factor is much greater than that in the analog television 
broadcasting. As a result, the linearity ranging from a 
low level to a high level is required in the OFDM system. 
Additionally, since the phase of each carrier plays a key 
role in information transmission, even a slight distortion 
in the phase rotation leads to degradation of the char- 
acteristic. Therefore, the nonlinear characteristic and 
phase rotation are required to be compensated for ac- 
curately. 

[0005] As described above, in the digital signal trans- 
mission by the OFDM system, the nonlinear character- 
istic is required to be compensated for accurately. Since 
there have not been such needs in the conventional an- 
alog system, the development of a device that meets 
the requirements has been wanted. 
[0006] It is, accordingly, an object of the present in- 
vention to provide a nonlinear compensator which is 
easy to adjust and capable of making adaptive compen- 
sation for the nonlinear characteristic and phase rotation 
that vary with season, weather, and time. 
[0007] The foregoing object is accomplished by pro- 
viding a nonlinear compensator for compensating for 
the nonlinear characteristic of a compensated electronic 
device that deals with a transfer signal, characterized 
by comprising: a signal processing section which takes 



in the input signal and output signal of the compensated 
electronic device, demodulates the signals suitably in 
such a manner that they have the same signal form, 
senses the time difference and phase difference be- 

s tween the two signals by correlating the two signals with 
each other, and synchronizes the two signals with each 
other and causes the phase of one signal with that of 
the other on the basis of the detected time difference 
and phase difference; a distortion detecting section for 

10 detecting, as distortion components, an amplitude error 
and phase error in the input signal and output signal of 
the compensated electronic device that have been syn- 
chronized with each other and caused to coincide in 
phase with each other by the signal processing section; 

is and a distortion correcting section for producing the 
amount of nonlinear distortion compensation for the 
compensated electronic device on the basis of the dis- 
tortion components sensed by the distortion detecting 
section and compensating for the input signal to the 

20 compensated electronic device on the basis of the 
amount of distortion compensation. 
[0008] This summary of the invention does not nec- 
essarily describe all necessary features so that the in- 
vention may also be a sub-combination of these de- 

25 scribed features. 

[0009] The invention can be more fully understood 
from the following detailed description when taken in 
conjunction with the accompanying drawings, in which: 

30 FIG. 1 is a block diagram of an OFDM transmitting 
device to which the present invention is applied; 
FIG. 2 is a block diagram of a nonlinear compensa- 
tor for compensating forthe nonlinear characteristic 
of the RF amplifier of FIG. 1 according to an em- 

35 bodiment of the present invention; 

FIG. 3 is a block diagram showing a concrete con- 
figuration of the distortion compensating section in 
the embodiment; 

FIG. 4 is a block diagram of a nonlinear compensa- 
te? tor according to another embodiment of the present 
invention; 

FIGS. 5A and 5B are waveform diagrams to help 
explain an accurate synchronizing process in the 
embodiment of FIG. 4; and 
45 FIGS. 6A and 6B are characteristic diagrams to help 
explain the accurate synchronizing process in the 
embodiment of FIG. 4. ' 

[0010] Hereinafter, referring to the accompanying 
so drawings, embodiments of the present invention will be 
explained, i 

[00111 FIG. 1 shows the configuration of an OFDM 
transmitting device to which the present invention is ap- 
plied. In the OFDM transmitting device, a modulator 1 
55 outputs an RF OFDM signal. The OFDM signal passes 
through a nonlinear compensator 2 related to the 
present invention and is supplied to an RF amplifier 3. 
The RF. amplifier 3 amplifies the power of the supplied 
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signal and outputs the resufting signal as a transmitting 
signal. Part of the output of the RF amplifier 3 is distrib- 
uted by a distributor (a directional coupler) 4 and sup- 
plied to the nonlinear compensator 2. 
[0012] FIG. 2 shows the configuration of the nonlinear s 
compensator 2. In FIG. 2, the RF signal from the mod- 
ulator 1 is supplied to an analog RF input terminal 11 . 
The RF signal supplied to the terminal 11 is converted 
by a down converter (D/C1) 12 into an IF signal on the 
basis of the local signal from a local oscillator 13. An 
AGC (automatic gain control) circuit 14 stabilizes the IF 
signal to a specific amplitude level. A squelch (SQ) cir- 
cuit 1 5 judges whether or not the output of the AGC cir- 
cuit 14 is present. The output of the AGC circuit 14 is 
converted by an analog/digital converter (ADC1 ) 1 6 into 
a digital IF signal. Thereafter, the digital IF signal is de- 
modulated by a quadrature demodulation (Q-DEM) cir- 
cuit 1 7, thereby producing digital base band signals 11 , 
Q1 in complex form. The 11 and Q1 signals obtained are 
down-sampled by FIR filters (or LPF) 18, 19, if neces- 
sary. Those circuits constitute an input demodulation 
section A. 

[0013] On the other hand, the RF signal outputted 
from the RF amplifier 3 is supplied to an analog PA input 
terminal 21 . The RF signal supplied to the terminal 21 
is converted by asecond down converter (D/C2) into an 
IF signal on the basis of the local signal phase-adjusted 
by a phase shifter 23. The IF signal is stabilized by an 
AGC circuit 24 to a specific amplitude level. A squelch 
(SQ) circuit 25 judges whether or not the output of the 
AGC circuit 24 is present. The output of the AGC circuit 
24 is converted by an analog/digital converter (ADC2) 
26 into a digital IF signal. Thereafter, the digital IF signal 
is demodulated by a quadrature demodulation (Q-DEM) 
circuit 27, thereby producing digital base band signals 

12, Q2 in complex form. The 12 and Q2 signals obtained 
are down-sampled by FIR filters (or LPF) 28, 29, if nec- 
essary. Those circuits constitute an output demodula- 
tion section B. 

[0014] The digital base band signals 11 , Q1 outputted 
from the input demodulation section A are inputted to a 
delay adjusting section C and a distortion correcting 
section D. The delay adjusting section C includes RAM 
delay units 31 , 32 for delaying the digital base band sig- 
nals H , Q1 outputted from the input demodulation sec- 
tion A for a specific time. The digital base band signals 

13, Q3 delayed by the RAM delay units 31 , 32, together 
with the digital base band signals 12, Q2 outputted from 
the output demodulation section B, are supplied to a de- 
lay detecting section E and a distortion detecting section 
F. 

[001 5] In the delay detecting section E, the base band 
signals 13, Q3 from the delay adjusting section C and 
the base band signals 12, Q2 from the output demodu- 
lation section B are supplied to a complex multiplier 41 . 
The complex multiplier 41 calculates (13 +• jQ3) x (l*2 + 
jQ*2) or (l*3 + jQ*3 x (12 + jQ2) with, complex conjugates 
of 13, Q3 being expressed as 1*3, Q*3 and those of 12, 



Q2 as 1*2, Q*2. Thereby, the complex multiplier 41 finds 
a complex correlation between both input signals and 
produces a REAL (real part) signal and an IMAG (imag- 
inary part) signal. The REAL signal and IMAG signal ob- 
tained are supplied to a REAL integrator 42 and an IM- 
AG integrator 43. 

[0016] These integrators 42, 43 remove the effects of 
noise or the like by integrating an interval to find, for ex- 
ample, a cumulative value/cumulative time. The outputs 
of the integrators 42, 43 are supplied to a Pythagorean 
converter 44, which converts the Cartesian coordinates 
into polar coordinates. Of the outputs of the Pythago- 
rean converter 44, the amplitude value is supplied to a 
correlation peak sensor 45. The correlation peak detec- 
tor 45 determines the peak position in the correlative 
output of two input signals. The peak position informa- 
tion detected at the correlation peak detector 45, togeth- 
er with the angle value (phase value) outputted from the 
Pythagorean converter 44, is supplied to a delay/angle 
sensor 46. 

[0017] From the peak position information, the delay/ 
angle detector 46 determines the time difference and 
phase difference (angle difference) between the digital 
base band signals 13, Q3 on the amplifier input side and 
the digital base band signals 12, Q2 on the amplifier out- 
put side. The time difference* obtained is supplied to a 
delay controller 47 and the phase difference is supplied 
to a phase controller 48. According to the time differ- 
ence, the delay controller 47 sets not only the amount 
of delay in the RAM delay units 31 , 32 of the delay ad- 
justing section C to perform rough synchronization, but 
also the value of coefficient in the FIR filters 28, 29 in 
the output demodulation section B to perform precise 
synchronization. This enables the digital base band sig- 
nals 13, Q3 on the amplifier input side to be synchronized 
with the digital base band signals 12, Q2 on the amplifier 
output side. In addition, the phase controller 48 adjusts 
the amount of phase shift in the phase shifter 23 of the 
output demodulation section B according to the supplied 
phase difference. This causes the phase on the ampli- 
fier input side to coincide with the phase on the amplifier 
output side. 

[0018] When the digital base band signals include no 
signal component, the delay controller 47 and phase 
controller 48 can obtain neither the time difference nor 
the phase difference and therefore might be uncontrol- 
lable and operate erroneously. To avoid this, the pres- 
ence or absence of signal components is judged from 
the outputs from the squelch circuits 15, 25 provided in 
the input modulation section A and output demodulation 
section B. Only when there is any signal component, 
control is performed. 

[0019] In the distortion detecting section^, Pythago- 
rean converters 51, 52 convert the Cartesian coordi- 
nates (13, Q3), (12, Q2) of the digital base band signals 
13, Q3 from the delay adjusting section C and the digital 
base band signals 12, Q2 from the output demodulation 
section B into the polar coordinates (R3, 93), (R2, 92) 
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of them, thereafter, an error computing unit 53 deter- 
mines the amplitude error and phase error in them. The 
amplitude error AR and phase error A e obtained are 
supplied to a distortion correcting section D. 
[0020] In the distortion correcting section D, an inte- 
grator 61 integrates the amplitude error AR and phase 
error A 9 from the distortion detecting section F over an 
interval. The integration result is registered as the 
amount of distortion compensation in a RAM table 62. 
On the other hand, after a Pythagorean converter 64 
converts the Cartesian coordinates (11 , Q1 ) of the digital 
base band signals 11 , Q1 from the input modulation sec- 
tion A into the polar coordinates (R1, 61). Thereafter, 
the amount of distortion compensation ( AR, A 0 ) cor- 
responding to the value of R1 is read from the RAM table 
62. An amount-of-distortion compensation adding sec- 
tion 63 adds the amount of distortion compensation to 
the obtained polar coordinates. The resulting values are 
converted by a reverse Pythagorean converter 65 into 
the original Cartesian coordinates (11', QV). The digital 
base band signals outputted from the distortion correct- 
ing section D are supplied to an output converting sec- 
tion G. 

[0021] In the output converting section G, the input 
digital base band signals are returned by FIR filters (or 
LPF) 71, 72 to the original bit rate (by over-sampling). 
The resulting signals are modulated by a quadrature 
modulation (Q-MOD) circuit 73 into anJF signal, which 
is then converted by a digital/analog converter (DAC) 
74 into an analog signal. Thereafter, an UP converter 
(U/C) 75 converts the analog signal into an RF signal, 
which is outputted as a distortion-compensated signal 
at an RF output terminal 76. 

[0022] Next, a concrete configuration of the distortion 
correcting section D will be explained. 
[0023] FIG. 3 shows the configuration of the distortion 
correcting section D and the relationship with the distor- 
tion detecting section F. A RAM table 62 in the distortion 
correcting section D includes a present-use area 621 
and a standby area 622 in a dual port memory, which 
are designed to operate independently. Each of the 
present-use area and standby area 622 has an ampli- 
tude value (R) section and a angle ( 6 ) section. When 
a switching signal is externally given, the data written in 
the standby area 622 is moved to the present-use area 
621. 

[0024] The standby area 622 is written into and the 
present-use area is read from according to the address 
from an address timing control section 623. Specifically, 
the address timing control section 623 takes in the polar- 
coordinate-converted amplitude value data R3 of the in- 
put-side base band signal from the distortion detecting 
section F at the time of initial setting and generates a 
write address for the standby area 622. Then, the ad- 
dress timing control section 623 writes the amounts of 
distortion compensation (AR, 0 A) from the integrator 
61 into the standby area 622 by amplitude value (AR) 
and by angle ( 0 A ) in such a manner that they corre- 



spond to R3, thereby creating updated data on the 
amounts of distortion compensation. In addition, the ad- 
dress timing control section 623 takes in the R1 data 
from the Pythagorean converter 63 of the distortion cor- 
s reeling section D in service and generates a read ad- 
dress for the present-use area 621. Then, it reads the 
. corresponding amounts of distortion compensation by 
amplitude value (AR) and by angle ( 0 A ) and sends 
them to the amount-of-distortion-compensation adding 
io section 64. 

[0025] The timing of switching between the present- 
use area 621 and standby area 622 is such that the 
amounts of distortion compensation accumulated in the 
integrator 61 during a specific period ranging from when 
is power is turned on to when resetting is done are written 
into the standby area 622, and thereafter the data in the 
standby area 622 is moved to the present-use area 621 . 
[0026] As described above, in the nonlinear compen- 
sator 2 of the present embodiment, the input modulation 
section A and output demodulation section B extract the 
digital base band signals in the RF input and RF output 
of the RF amplifier 3. The delay detecting section E de- 
tects the time difference and phase difference between 
the two signals by calculating correlation. The delay ad- 
justing section C synchronizes the two signals with each 
other. Moreover, the phase shifter 23 causes the phase 
of one signal to coincide with that of the other. In this 
state, the distortion detecting section F determines the 
amplitude error and phase error in the two signals and 
inputs the errors as distortion components to the distor- 
tion correcting section D. The distortion correcting sec- 
tion D sequentially selects the amounts of compensa- 
tion corresponding to the amplitude values from the 
amounts of compensation registered in the aforemen- 
tioned means and adds the amount of compensation to 
the digital base band signals obtained at the input mod- 
ulation section A to compensate for the distortion com- 
ponent. Then, the output converting section G converts 
the resulting signal into a signal in the original format 
and outputs the converted signal to the RF amplifier 3. 
This enables the RF signal having the opposite of the 
nonlinear characteristic of the RF amplifier 3 to be in- 
putted to the RF amplifier 3, thereby compensating for 
the distortion components caused by the nonlinear char- 
acteristic of the RF output. 

[0027] The amount of compensation is updated at the 
time of turning on the power or resetting as well as at 
the time of normal operation. Thus it is easy to adjust 
the amount of compensation, and this makes it possible 
to make adaptive compensation for the nonlinear char- 
acteristic arid phase rotation which vary with season, 
weather, or time. 

[0028] Moreover, the output value of the distortion de- 
tecting section F is monitored. When the output value 
has exceeded a reference value, it is judged that an ab- 
normality has occurred and an alarm is given, thereby 
informing the manager of the malfunction of the RF am- 
plifier 3 or the like as soon as possible. 
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[0029] The present invention is not limited to the 
above embodiment. 

[0030] For instance, while in the above embodiment, 
the coefficient values in the FIR filters 28, 29 in the out- 
put demodulation section B are controlled to perform 
precise synchronization, the coefficient values in the 
FIR filters 18, 19 in the input demodulation section A 
may be controlled to perform precise synchronization. 
[0031] Furthermore, while in the above embodiment, 
the phases are caused to coincide with each other by 
adjusting the amount of phase shift in the phase shifter 
23 of the output demodulation section B, the phases 
may be caused to coincide with each other by causing 
the phase shifter to adjust the phase of the local signal 
supplied to the down converter 12 of the input demod- 
ulation section A. 

[0032] Additionally, in the above embodiment, the 
modulator 1 has inputted an analog RF signal. When 
the modulator 1 outputs a digital base band signal di- 
rectly, the digital base band signal may be supplied di- 
rectly to the delay adjusting section C and distortion cor- 
recting section D in place of the output of the input de- 
modulation section A, which produces the same effect 
as that of the above embodiment. 
[0033] Still furthermore, in the above embodiment, the 
present invention has been applied to the OFDM trans- 
mitting device, the invention is not limited to this. For 
instance, the invention may be applied to compensating 
for the nonlinear characteristic and phase rotation in the 
electronic circuitry of another analog communication 
system or digital communication system, such as a 
transmitting device for NTSC analog television signals 
or an transmitting device for ATSC digital television sig- 
nals. 

[0034] While in the above embodiment, the delay con- 
troller 47 of the delay detecting section E controls the 
coefficient values in the FIR filters 28, 29 of the output 
demodulation section B to perform precise synchroni- 
zation, the present invention is not restricted to this. For 
instance, as shown in FIG. 4, the signals (R3, 63) f (R2, 
02) from the Pythagorean converters 51 , 52 to the error 
computing unit 53 in the distortion detecting section F 
may be inputted to a delay control section H. The delay 
control section H then may determine an error between 
the two signals, and control the FIR filters 28, 29 so as 
to minimize the error. This realizes similar precise syn- 
chronization. In FIG. 4, the same parts as those in FIG. 
2 are indicated by the same reference symbols and ex- 
planation of them will be omitted. 
[0035] The process of performing precise synchroni- 
zation using the inputs (R3, 63), (R2, 62) to the error 
computing unit 53 will be explained below. 
[0036] FIGS. 5A and 5B show a comparison between 
the change of amplitude R3 and that of amplitude R2 
among the inputs to the delay control section H. As seen 
from the figure, when the sampling point of R3 does not 
coincide with the sampling point of. Ft2, another point in 
the waveform of R2 is sampled, leading to great varia- 



tions in the distortion components obtained from the in- 
stantaneous values R2 and R3. FIGS. 6A and 6B show 
the relationship between the sampling point and varia- 
tions. As is apparent from the figures, variations can be 

5 minimized when the sampling point of F*2 coincides with 
that of R3. This holds true for angles of 02 and 03. Thus, 
the delay control section H senses the time difference 
between the sampling point of (R3, 93) and that of {R2, 
92) and controls the FIR filters 28, 29 so as to minimize 

10 the time difference, thereby realizing precise synchroni- 
zation. 

[0037] While in the above embodiment, distortion has 
been corrected by adding polar coordinates (R, 0 ), the 
same thing can be done by multiplying Cartesian coor- 
dinates (I, Q). 

[0038] Furthermore, while in the above embodiment, 
the full loop configuration enables automatic adjustment 
and automatic control to make adaptive compensation 
for the nonlinear characteristic and phase rotation, the 
sense result of each detecting section may be displayed 
suitably and the user may adjust or correct the charac- 
teristic or rotation, manually, while watching what has 
been displayed. 

[0039] As described above, with the present inven- 
tion, it is possible to provide a nonlinear compensator 
which is easy to adjust and capable of making adaptive 
compensation for the nonlinear characteristic and 
phase rotation that vary with season, weather, and time. 



1 . A nonlinear compensator for compensating for the 
nonlinear characteristic of a compensated electron- 
's ic device (3) that deals with a transfer signal, char- 
acterized by comprising: 

a signal processing section (A, B, C, E) which 
takes in the input signal and output signal of 
said compensated electronic device (3), de- 
modulates the signals suitably in such a man- 
ner that they have the same signal form, senses 
the time difference and phase difference be- 
tween the two signals by correlating the two sig- 
nals with each other, and synchronizes the two 
signals with each other and causes the phase 
of one signal with that of the other on the basis 
of the detected time difference and phase dif- 
ference; 

a distortion detecting section (F) for detecting, 
asvdistortion components, an amplitude error 
and phase error in the input signal and output 
signal of said compensated electronic device 
(3) that have been synchronized with each oth- 
er and caused to coincide in phase with each 
other by the signal processing section (A, B, C, 
E); and 

a distortion correcting section (D) for producing 
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the amount of nonlinear distortion compensa- 
tion for said compensated electronic device on 
the basis of the distortion components sensed 
by the distortion detecting section (F) and com- 
pensating for the input signal to said compen- s 
sated electronic device on the basis of the 
amount of distortion compensation. 

2. The nonlinear compensator according to claim 1, 
characterized in that said signal processing section 10 
(A, B, C t E) finely adjusts the time difference and 
phase difference between the two signals, thereby 

to minimize an error between the input signal and 
output signal of said compensated electronic device 
(3) that have been modulated so as to have the is 
same signal form. 

3. The nonlinear compensator according to claim 1, 
characterized in that said signal processing section 

(A, B, C, E) includes an input demodulation section so 
(A) for generating an input-side base band signal 
by demodulating the transfer signal to saidcompen- 
sated electronic device (3) and an output demodu- 
lation section (B) for generating an output-side base 
band signal by demodulating the transfer signal out- 25 
putted from said compensated electronic device 
(3), detects the time difference and phase differ- 
ence between the input-side and output-side base 
band signals obtained at said input demodulation 
section (A) and output demodulation section (B), 30 
and synchronizes the two signals with each other 
and causes the phase of one signal to coincide with 
that of the other on the basis of the detected time 
difference and phase difference, and that 

said signal processing section (A, B, C, E) fur- 35 
ther includes an output processing section (G) for 
converting the output of said distortion correcting 
section (D) into the format of the original transfer 
signal. 

40 

4. The nonlinear compensator according to claim 1, 
characterized in that said signal processing section 
(A, B, C, E) delays the input signal to said compen- 
sated electronic device according to the amount of 
delay corresponding to the detected time differ- 
ence. 

5. The nonlinear compensator according to claim 1, 
characterized in that said signal processing section 

(A, B, C, E) gives the amount of phase shift corre- so 
sponding to the detected phase difference to the in- 
put signal or output signal of said compensated 
electronic device. 

6. The nonlinear compensator according to claim 1, ss 
characterized in that said distortion correcting sec- 
tion (D) includes an amount-of-compensation table 
(62) for holding said amount of distortion compen- 



sation, registers said amount of distortion compen- 
sation at the time of initial setting, reads the amount 
of distortion compensation corresponding to an am- 
plitude of the input signal to said compensation 
electronic device from the amount-of-compensa- 
tion table (62) in service, and adds the amount to 
the input signal. 

7. The nonlinear compensator according to claim 6, 
characterized in that the amount-of-compensation 
table (62) in said distortion correcting section (D) 
includes a present-use table (621) and a standby 
table (622), stores the amount of distortion compen- 
sation obtained at said distortion detecting section 
(F) and, after the storage has been completed, re- 
places the present-use table (62) with the standby 
table (622). 

8. The nonlinear compensator according to claim 1 , 
characterized by further comprising monitor means 
for monitoring said compensated electronic device 
(3) by monitoring the distortion components ob- 
tained at said distortion detecting section (F). 
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